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Abstract:

The goal of this project is to determine
the effect of an imperfect channel esti-
mation on the pre-processing schemes
efficiency.  Pre-processing is an un-
avoidable concern in MIMO transmis-
sion, especially on the pre-processing
techniques investigated: Kigenmode-
transmission, Water-filing, and Adap-
tive modulation and coding. The im-
pact of noise and Doppler CSI imper-
fection on MIMO systems are investi-
gated using mathematical models and
computer simulations. The results are
showing that the quality of the esti-
mation channel is crucial for multi-
antenna systems.
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Chapter

Introduction

Current wireless systems operate with a centralized structure: a central ac-
cess point (base station for cellular wireless systems) communicates informa-
tion to the user located within its coverage area. To do so, they sometimes
use information acquired from the users. This information takes on many
forms and is commonly referred to as channel state information (CSI). CSI
relates to the quality of the channel, e.g. the Signal to Noise Ratio (SNR).
However, such a structure has drawbacks: CSI is acquired with a process
that is naturally impaired by noise and this only happens periodically so it is
not always up to date because of user mobility. The purpose of our project
is to investigate how detrimental this noisy and outdated CSI is on the effi-
ciency of pre-processing schemes. Two types of channel estimation error are
investigated: noise during the channel estimation process and the Doppler
effect due to receiver mobility.

The project is focused on Multiple-Input Multiple-Output (MIMO) com-
munication systems. MIMO wireless channel promises significant gain per-
formance over that offered by the conventional single-antenna systems. Un-
fortunately, for such systems, the CSI is indispensable. The study is based on
three pre-processing schemes : Eigenmode-transmission which is specific to
multi-antenna systems and vital for MIMO, and two other techniques called
Adaptive Modulation and Coding (AMC), and Water-filling. The impact of
the imperfect CSI on pre-processing schemes is evaluated using computer
simulations.
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The first chapter states our project delimitations where are mentioned the
assumptions we made and the directions we chose. Then, important notions
regarding the signal’s propagation, the various communication systems and
CSI and their estimation are reviewed. In a third chapter are present the
pre-processing schemes we used and, lastly, their results as they are tested
with a different knowledge of the CSI in the simulations chapter.

10



Chapter

Project delimitations

The goal of our project is to show the impact of a misestimated channel on
pre-processing schemes. We had carte blanche concerning the method(s) we
would use to introduce errors. A tremendous amount of systems could have
been studied. However, as our project was limited to a period of six months,
we decided to focus our investigation on what seemed the most interesting
with respect to our basic knowledge. The following sections present and
explain our choices in details.

2.1 System configuration

The system configuration is determined by the number of antennas. The
system chosen is a MIMO, a structure composed of multiple antennas at
each transceiver. MIMO drew our attention due to the variety of processing
methods which have been recently developed in this domain, allowing new
communications perspectives, such as increasing the coverage (beamforming),
increase the capacity or improve the link quality.

2.2 Pre-processing

Another aspect making MIMO interesting is the difference in the use of pro-
cessing schemes from a Single Input Single Output (SISO) case. Classical
schemes are also used but some more advanced schemes are essential to per-
form multi-antenna transmission. Each application enumerated below uses
a different scheme which unfortunately cannot be simultaneously used with
any other one. Consequently, we have decided to focus our work on a specific

11
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application of MIMO prone to increase the capacity.

One of the technique used to multiplex various streams over several anten-
nas is the Eigenmode-Transmission. As most of the pre-processing schemes,
it requires the knowledge of the channel at the transmitter. In order to
increase the capacity as a function of the SNR, we have also coupled the
Eigen-transmission with a mechanism called AMC. AMC is a pre-processing
technique which uses the measured values of instantaneous SNR of each link
to choose the modulation to use for each stream. Instantaneous SNR is re-
trieved from the channel estimated.

An intelligent way to improve AMC is to use another technique of pre-
processing named Water-filling. Tt also uses the SNR measured to decide
how to allocate power over links. More power is allocated to strong links and
if the quality of the link is really poor, there is no power allocated at all.
Water-filling is really interesting for AMC because it allows to obtain better
SNR and consequently to use higher modulation orders.

As explained before, our goal is to maximize the capacity, but we also
have to take into account the quality of the transmission. To achieve a good
adaptive modulation, a Bit Error Rate (BER) threshold has to be set. In or-
der to respect this threshold, we have decided not to transmit streams below
a certain level of SNR. Indeed, even with the lowest modulation order, we
can not achieve such a low BER for low values of SNR. This non-transmission
can also be considered as a pre-processing.

Thus, the pre-processing techniques used are :

e Eigenmode transmission
e AMC (with no transmission under a certain SNR)

o Water-filling

12
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2.3 Modulation

A large variety of modulations can be used. The main goal of the project is
to study preprocessing schemes; the modulations used are not the main con-
cern. Therefore, PSK (Phase Shift Keying) modulation has been chosen for
convenience. The PSK constellation is uniquely based on phase components,
the amplitude of the signal is not taken into account in the demodulation
decision.

2.4 Fading

The fading model chosen is Rayleigh fading, one of the most common in com-
munications domain. This model represents multipath transmissions without

any Line of Sight (LOS).

2.5 Wideband /Narrowband

A major decision is to define the symbol time, in order to know in which con-
text the transmission is performed, according to the channel properties. For
convenience, the project is not taking into account Inter Symbol Interference
(ISI), thus we assume we are in a Narrowband context. The Wideband and
Narrowband situations are presented in details in Appendix A.1.

13



Chapter

Background

This aim of this chapter is to present the telecommunications context of the
project. The context in telecommunications is effectively important, since it
determines which model should be chosen to fit reality as good as possible.
Furthermore, knowing the context, some physical aspects can be voluntary
neglected for simplification purposes as presented in the previous chapter.

The topics discussed are the theoretical basis of the project. The first
section deals with propagation phenomena. The second section covers SISO
and MIMO communication systems. Finally, the notion of channel state
information and its estimation are introduced.

3.1 Propagation

The propagation channel has a strong influence on the communication sys-
tem performance. The knowledge of its properties is fundamental to design
efficient wireless systems. This section presents the main phenomena in-
volved in electromagnetic propagation and the mathematical representation
for such phenomena. The signal perturbations can be represented in the
spatial, temporal and frequency domain.

In wireless communications, the signal can be represented as an infinite
number of rays propagating between the emitter and the receiver, using dif-
ferent paths. The receiver sees the signal as the sum of all the contributions
of the multipath components. Each ray is influenced by several electromag-
netic perturbations such as reflection, diffraction and scattering, illustrated
in Figure 3.1.

14
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Diffraction

Figure 3.1: Phenomena involved in radio communication multipath

3.1.1 Phenomena involved in radio communication

The wave propagation in a homogeneous medium is described by the plane
wave properties. The electromagnetic phenomena occurring at obstacles, as
well as the speed of the receiver, impact the frequency, the phase and the
strength of signal.

For a plane wave, the received signal can be written as the complex ex-
pression:

y(t) = A.edwt=e®) (3.1)
or in baseband notation:

y(t) = A.e?*® (3.2)

where A is the signal amplitude also called envelope, w the angular
frequency and ¢(t) the signal phase.

Fading:
The environment of the receiver is not stationary; therefore, the phase
of the received multipath component changes, affecting the received ampli-

tude. The signal variation is often described according to two scales, the fast
fading (microscopic fading) and slow fading (or macroscopic fading).

15
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Doppler spread:

When the receiver is moving, the signal is subject to additional distor-
tions in the frequency domain due to the receiver speed. Those distortions
are called Doppler spread centered in the interval [F. — Fy, F. + Fy| where F,
is the carrier frequency and Fj; the maximum Doppler shift.

Delay spread:

The rays arriving at the receiver have followed different paths. Conse-
quently, the propagation times also refer to delays and are related to the
total distance the rays traveled. Those propagation time differences generate
channel distortion called delay spread.

3.1.2 Fading

In the wireless context, destructive and constructive additions of multipath
components leads to a gain difference at the receiver. Two scales of fading
can be defined according to [2]:

Macroscopic fading

Macroscopic fading is caused by shadowing effects of buildings or natural
features and determines the local mean of power. The statistical distribution
of the local mean has been studied experimentally. The mean value of this
distribution is influenced by the antenna heights, the operating frequency
and the specific type of environment. However, it has been observed that
the received power averaged over microscopic fading approaches a normal
distribution when plotted on a logarithmic scale (i.e. in dB) and is called a
log-normal distribution described by the probability density function (PDF)

1 _ (de—p,)Q

e 202 (3.3)

f(de) =

2ro

In the above equation wyp (in decibel) is a random variable representing
the long term signal power level fluctuation. p and o are respectively the
mean and the standard deviation of wyp. p is equal to the distance dependent
path loss.

16
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Microscopic fading

Microscopic fading refers to the rapid fluctuation of the received signal in
space, time and frequency, and is caused by the signal scattering off objects
between the transmitter and receiver. If we assume that fading is caused by
the superposition of a large number of independent scattered components,
then the in-phase and quadrature components of the received signal can be
assumed to be zero mean Gaussian processes. The envelope of the signal has
a Rayleigh PDF given by:

flz) = =e“u(x) (3.4)

where w is the average received power and u(x) is the unit step function
defined as :

{u(m)zl if >0 zeR (3.5)

u(z)=0 if x<0 zeR

If there is a direct (possibly LOS) path present between transmitter and
receiver, the signal envelope is no longer Rayleigh and the distribution of
the signal amplitude is Ricean. The Ricean distribution is often defined in
terms of the Ricean factor, K, which is the ratio of the power in the mean
component of the channel to the power in the scattered (varying) component.
The Ricean PDF of the envelope of the received signal is given by:

20(K 4+ 1) —r-(x+1)a? KK+1
(K + )6 K (Uh) )Io(x)Qx (K+1)
w w

f(x) = u(x) (3.6)

where w is the mean received power as defined earlier and Iy(z) is the zero
order modified Bessel function of the first kind defined as :

2
@@:/ ¢—2e0s(0) g (3.7)
0

In absence of direct path (K=0), the Ricean PDF reduces to the Rayleigh
PDF since [y(z) = 1. There exists more sophisticated fading distributions
such as the Nagami distribution describing fading in high frequency channel.

17
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3.1.3 Delay spread

In the multipath context, the arrival time of rays rely on the traveled distance
of the electromagnetic wave. Usually, it is very complicated to identify the
main component among all the multipath components. Let us consider an
impulse equal to the symbol duration Ts. If the number of multipath com-
ponents is high, the impulse response at the receiver side is constituted by
a succession of impulses delayed and with different amplitudes. The original
impulse has been spread over a time length that is expressed with o, and is
illustrated in Figure 3.2.The delay spread is usually measured or estimated
using the channel properties.

L

Impulse response
RN
! \
1
~ LY
t

RX ¢———»

Figure 3.2: Pictorial representation of the delay spread

When the delay spread o; is negligible compared to the symbol time 7T's,
we can consider that all multipath contributions are almost reaching the re-
ceiver at the same moment, in the time slot allocated for the symbol. On the
other hand, when the delay spread is higher, the received multipath com-
ponents arrive during but also after the time slot limit and interfere with
the next symbols. This spreading generates ISI which causes errors at the
demodulation process. To attenuate this unwanted effect, pre and post pro-
cessing techniques (discussed in Chapter 4) have been developed.

In Figure 3.2, we can see that the maximum delay spread is linked to the
obstacles position. In most cases, the delay spread is small when environment
obstacles are close to the receiver and high when obstacles are located far
away. However, as explained before, those values have to be compared with
the duration of the symbols.

18
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3.1.4 Spectral analysis: coherence bandwidth

The influence of the delay spread can also be analyzed in frequency domain
using the channel transfer function or the frequency response. The impulse
response is linked to the frequency response by a Fourier transform. If the
impulse response has a small delay spread compared to the symbol time, the
transfer function is approximately constant over the coherence bandwidth of
the considered system. The channel is then labeled frequency flat. Contrar-
ily, if the transfer function contains nulls in the frequency range considered,
the channel is frequency selective. The space between nulls is inversely pro-
portional to the maximum delay spread, as stated in the following expression:
1
AF, o = — (3.8)
Ot
Figure 3.3 shows the frequency obtained respectively for a delay spread
of 0.1s (distance approx. 30m) and 1s (distance approx. 300m) for 2 paths:

Channeltransfer fonction for 2 paths delayed of 0.1ps Channel transter fonction for 2 paths delayved of 1us

: i T : .
LS N A AN
2l : z‘--
m Qf- o Q -] - - M
s i = H H H
= i = 5 i i
@ T 2
=] H -
2 H =
= A Z 4
E | =
< gl L g
sl AF:ern 3
B[] SIS - 1081
7 i 7 ; ] i
800 10 920 800 05 10 9135 920
Frequency in Hz Frequency in Hz

Figure 3.3: Channel response in frequency domain for 2 paths

The frequency range for which the transfer function is slowly varying is
called the coherence bandwidth. All signal components in this range are
affected in the same way by the propagation channel. The coherence band-
width is usually defined according a frequency range where the correlation is
lower than a certain value. There is not direct relation between the coherence
bandwidth B, and the delay spread. Nevertheless, those values are linked by
a proportional relation:

1
B, ox — 3.9
< (3.9)
tw = % is the band used by the considered signal, the channel is

non-frequency selective when B, > W.

19
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3.2 Communication Systems

This section describes SISO and MIMO communication systems and channel
models. In this section, lower case letter are used for functions in the time
domain, whereas upper case letters are used for functions in the frequency
domain. Vectors are written with an arrow, e.g. 7, and matrices with capital
letters, e.g. H.

3.2.1 SISO

The SISO communication system can be described as a time-variant linear
system, associated to its transfer functions in either time or frequency do-
main.

We use two main functions to model the channel:

e The impulse response function h(t,7)

e The transfer function H(f,t)

t being the time, 7 the delay (with respect to a certain ¢) and f the fre-
quency.

Impulse response:
Concerning the impulse response [?], the input signal z(¢) and output
signal y(t) are linked by a convolution product:

y(t) = h(t,7) ® z(t) + n(t) (3.10)

where n(t) is the noise added at the receiver. This can also be written:

y(t) = /+OO h(t,7).x(t — 1) dr + n(t) (3.11)

o0

A SISO communication system is represented on Figure 3.4.

The signal is sent from a transmitter (Tx) to a receiver (Rx). The impulse
response of the channel describes the radio channel in the time domain. We
can also express this function in a complex form (since we are dealing with
baseband), introduced when the emitted symbols are represented by delayed
impulses:

20
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Noise

Sq X ¥ z
 Tx J b | Channel lL:)— Rx |—

Figure 3.4: A SISO communication system

hit,7) =Y ai(t)e?*s(r — 7,) (3.12)
i=0
Where a;(t) is the amplitude associated to the delay 7; and phase ¢;.
Generally, this form is used for small-scale signal variations. In this case, the
a;(t) or a;(t)e’*") coefficients represent quick signal variations and follow a
Rayleigh or Rice distribution, depending on whether there is a main path or
not between Tx and Rx.

Transfer function:

Regarding the transfer function H(f,t), the channel can also be described
in the frequency domain through the time-variant frequency response. H(f,t)
corresponds to the channel response in frequency when excited at a moment
t by a sinusoidal wave of frequency f. We can link h and H by the Fourier
transform:

+oo

h(t,7) = H(f,t)e?™T df (3.13)

Let Y(f) and X (f) the Fourier transforms of, respectively, y(¢) and z(t),
the equation linking received and emitted signals in the frequency domain is:

Y(f) = H({f 1) X(f) + N(f) (3.14)

In the temporal domain:

v = [yt

o0

21
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3.2.2 MIMO

In this section is introduced the MIMO communication system and its as-
sociated equations. Then, some of the various MIMO techniques along with
important notions are presented.

Introduction to MIMO

MIMO techniques introduce the use of multiple antennas at both ends of
the communication system. An application is the combination of signals, at
the transmitter or at the receiver, increasing the robustness of the link when
the channel is undergoing multipath or suffering from interference. MIMO
uses beam-forming and spatial diversity amongst other methods increasing
effectiveness (in terms of SNR, capacity...) over a SISO link.

Based on a communication system using Nr, antennas at the transmitter
and Ng, antennas at the receiver, the MIMO system can be seen in Figure

3.5.
51 X1 V1 51
. Pre- . . Post- .
processing Channel processing
H
TX Rx
Sna XNTx YNRx Snd

Figure 3.5: A MIMO communication system

The general expressions of the input and received signals along with the

ones of the noise and the channel can be given in a matrix or vector form.
Indeed, the signals #(t), (t) and the noise 7i(t) are here vectors containing
all the sent signals, received signals and noises. The channel H is a matrix
containing all the links between each Tx and Rx, as:

22
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[ (t) ] Chiy e by e By, ]
Ya(t) . :
) = yj:(t) = i
e (1), Npat o BN e hNp N
(3.15)
i ZEl(t) ] [ nl(t) ]
(1) na(t)
=1 &) =1 )
| T N7, (t)_ | "M Np, (t)_

where z;(t) is the sent signal at the ith antenna, y;(¢) the received signal
at the jth antenna. Equation 3.10 then becomes:

J(t) = HI(t) + f(t) (3.16)

where H is the channel matrix of Ny, x Ng, dimensions, ¥ the input
signal, being the bit stream modulated (and then processed or not), and 7
the added noise.

In a medium presenting a lot of multipath, the use of various antennas
at both the Tx and the Rx ends introduces several independent channels
that correspond to propagation modes called Eigenmodes. The number of
Eigenmodes corresponds to the rank of the channel matrix, complying to
the constraint rank(H) < min(Nry, Ng.). MIMO allows a greater spectral
efficiency than SISO thanks to the signal processing techniques used, jointly
using temporal and spatial dimensions of the signal.

23
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MIMO techniques

Different techniques are used depending on the objective (rate increase, ro-
bustness increase) but also on the information we have about the channel.
When the channel is invariant during the processing time in both time and
frequency, the techniques used concern coding schemes and adaptive modu-
lation. Among them, we can mention:

e Spatial multiplexing

e Space-time coding

In addition, when the useful bandwidth of the signal becomes greater than
the coherence bandwidth, the frequency selectivity of the channel introduces
inter-symbol-interference (IST). Depending on the knowledge of the channel,
various techniques can be used. To name a few:

e MIMO techniques with CSI at the Tx (pre-processing):

— Pre-filtering
— Power allocation

— Rate allocation
e MIMO techniques without CSI at the Tx:

— Space-time block coding

— Rate adjustment based on long-term average of SNR

These techniques introduce notions regarding diversity, array gain and
multiplexing gain that we are going to explain.

Diversity

Diversity (and more precisely, Microdiversity) is one of the best techniques
to mitigate the effects of multipath fading and improve energy efficiency. In
a SIMO, MISO or MIMO communication system, it is very unlikely that in-
dependent signal paths experience the same deep fades simultaneously. The
idea behind diversity is to send the same bits over these paths. Thus, we
combine them in a way that the fading of the resultant signal is reduced.

24
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Different types of diversity exist:

e Space diversity: uses multiple transmit or receive antennas where they
are separated in distance.

e Frequency diversity: transmits the same Narrowband signal at different
carrier frequencies, where the carriers are separated by the coherence
bandwidth of the channel.

The performance advantage of a diversity system can be quantified. In-
deed, the increase in SNR (due to diversity) leads to a decrease in error
probability and the resulting advantage in data rate is called diversity gain.
For MIMO systems, we talk about multiplexing gain, as there are multiple
antennas at both the transmitter and the receiver. The average probability
of symbol error for some diversity schemes can be expressed as [3]:

PSapg = ¢.SNRypy V4 (3.17)

where ¢ is a constant that depends on the specific modulation and coding
and Ny the diversity order of the system.

The diversity order tells how the slope of the average probability of error as
a function of average SNR changes with diversity and can be derived from
the number of antennas of the system:

Ng = Nry.Npy (3.18)

Array gain

The array gain is defined as the increase in the SNR due to the coherent
combining of the diversity signals. This can take place either in an AWGN
channel or a channel suffering from fading. It is expressed:

SN Rz,

A
97 SN Ryy

(3.19)

where SN Ry, is the average combined SNR and SN R,,, is the average
SNR of a specific branch (that could be seen as a SISO link).

This allows a system with multiple transmit or receive antennas in a
fading channel to achieve better performance than a system without diversity
in an AWGN channel with the same average SNR.
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3.3 Channel State Information and Estimation
Errors

3.3.1 Channel State Information

Channel state information is the information about the current value of H.
At the receiver, the current value of H is necessary, in general to recover
the transmitted data. At the transmitter, the knowledge of the channel can
improve drastically the performance. This knowledge can be: the current
value of channel, the mean value (long term average), the covariance, the
distribution and so on. This type of information is generally referred as
CSI and is usually estimated. Besides, the current value of H is referred
to as short-term CSI, while the high order statistics of H are referred to as
long-term CSI.

3.3.2 Channel estimation

The estimation of the CSI of a channel is sorely perfect. However, CSI at
the Rx is easier to estimate than at the Tx because the Rx can perform
quasi-instantaneous estimation based on signals received. On the contrary,
the Tx needs the information to be fed back to it. The feedback introduces
the problem of delay. Indeed, it is performed periodically, so the information
of the channel may not fit anymore when it is used.

The TDD system uses, in general, the reciprocity properties of the channel,
which means it assumes the channel from the transmitter to the receiver is
approximately the same as the channel from the receiver to the transmitter.
This assumption allows to avoid the use of feedback mechanism.

Estimation techniques

Different approaches are commonly used to estimate a channel :
- Training based

- Blind

- Semi-blind

- Hidden pilot

In the training-based approach, a sequence known to the receiver is
transmitted in the acquisition mode.
In blind approaches, no such sequence is available (or used) and the channel
is estimated based solely on the noisy received signal exploiting the statistical
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and other properties of the information sequence.

Semiblind approaches utilize a combination of training-based and blind ap-
proaches.

In the hidden pilot-based approaches, a periodic (non random) train-
ing sequence is arithmetically added (superimposed) at a low power to the
information sequence at the transmitter before modulation and transmission.

Our project is restricted to the training based approach.

Two kinds of channel state estimations are commonly used:

e Channel statistics:
This estimation begins with the description of the channel on a large
time scale. Here, we predict the most probable behavior.

e Channel instantaneous:
This method describes the channel instantaneous state. Here, we take
into account the short scale fading.

Most of actual commercial systems are often based on channel statistics.
Using the information of instantaneous channel require an higher computa-
tion load due to the swiftness of parameters values.

The Feedback mechanism

In order to understand how the feedback mechanism, used to acquire the
channel at the Tx, introduces error in the estimation, let us consider a clas-
sical communication system.

The Base Station (Tx) transmits a training sequence from each antenna. This
enables the Mobile Station (Rx) to recover all separate impulse responses.
It then usually feeds the information back to the Base Station on a separate
feedback channel.

The Channel instantaneous feedback has drawbacks:

e We have to make sure that the feedback occurs within a time that is
less than the coherence time of the channel.

e The feedback channel decreases the spectral efficiency of the system.
Indeed, this information is not user data. The performance of the
system gets better with more feedback but a good compromise has to
be found between the feedback resources used and total performance.
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Figure 3.6: Outdated CSI in feedback context

Wireless channels are usually time variant. Feedback implies that the
information received describes an anterior state which might no longer be
realistic. Then, the CSI used to pre-process our signals are intrinsically
outdated. The feedback mechanism is obviously one of the error sources in
the estimation of the channel. The errors depend on how fast the channel
changes.
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Figenmode-based pre-processing
schemes

4.1 Eigenmode Transmission

Eigenmode transmissions define mathematically the channel properties (strength
of links); Eigenmodes are commonly used to perform post or pre-processing

in MIMO situation. They are extracted by a mathematical method named
Singular Value Decomposition (SVD).

Given the linear transformation AZ = y, the non-zero vector ¥ is defined
as an eigenvector of this transformation if it satisfies the eigenvalues equation

AY =\
where A is a scalar defined as an eigenvalue associated to the eigenvector .

SVD is a technique usually used in wireless communication to extract
information from a channel. A channel matrix noted H can be decomposed
into a product of 3 matrices as follows:

H = UAVH (4.1)

U and V are complex unitary matrices with sizes Ny, x Np, and Ng,
X Ngg, respectively. A is a Ny, x Ng, matrix which elements are zeros
except for its main diagonal, which contains min(Nr,, Ng,) real non-negative
singular values.

Figure 4.1 represents the MIMO communication system used for the
Eigenmode transmission technique.
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Channel

Figure 4.1: MIMO Eigenmode transmission system

In this case, we have 3 different signals, s, s2, S3, sent by 3 transmitters
to 3 receivers. Each signal is multiplexed and sent to all 3 receivers. In order
to demultiplex the signals at the receiver end, we introduce weights a,,, b,,
¢, (n = 1,2, 3 the signal’s number), respectively the ones processing the first
signal, the second signal and the third signal.

The signals sent can then be expressed:

r1 = a181 + 6182 + €153
To = G981 + b282 + €983 (42)
T3 = agsi + b382 + C383

These equations can be put in a matrix form. Thus,

X1 ap by S1
To| = |aQ9 bQ Co| X |82 (43)
€3 as bz c3 53

Let the transmitted weight matrix be W, equation 4.3 becomes:

7 =Wz (4.4)

Now we have introduced weights for each signal, let us write the vector
of signals sent through the channel:

7=Hz+7 (4.5)

Using equation 4.1, this becomes:

7 =UAVIWSE + 71 (4.6)
Let W = V. This way, VAW =1, and 4.6 becomes:
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7 =UAS+ (4.7)

On the receiver end, we receive the signals contained in }7, ie. Y1, Yo,
y3 that we demultiplex with weights e,, f., g, to recover the signals 21, 25, 23.

Combined with weights, the received signals can then be expressed:

21 = ey + fiye + 193
2o = eay1 + fay2 + G2Y3 (4.8)
23 = e3y1 + faya2 + g3ys

These equations can be put in a matrix form. Thus,

21 er fi n Y1
2| = ea fo g2| X | (4.9)
23 es f3 g3 Y3

Let the received weights matrix be J, equation 4.9 becomes:

Z=1Jy (4.10)
Using 4.6, equation 4.10 becomes:

7 =JUAS + Jn (4.11)
Let J = U”, 4.11 becomes:
7=A5+U"q (4.12)
In a matrix form:
)\1 0 0 S1 N
7= 0 /\2 0 X |82 + n (413)
0 0 )\3 S3

We simplify this expression:

A1sy + g
Z= )\282 + 772 (414)
A3s3 + 13
We notice here that only the components of each transmitted signal are
present in each received signal. There is no inter-stream interference. This
is due to the use of weights that guarantees the reception of only the desired
signal at the receiver end.
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Moreover, if we are using the power allocation algorithm (Water-filling)
discussed in Section 4.3, we can reallocate the powers among the remaining
streams (complying with the BER threshold constraint stated in Section 4.2
on Table 4.1). Also, now we have obtained A, we can determine the post-
processing SNR, as:

2P,

2
On

SNR; = (4.15)

Ax and P, being the eigenvalue and power of the kth link and o2 the noise
variance.

Once the post-processing is performed, the expression of the signal can
be written as on equation 4.16 with:

2n () = Pedgsn(t) 4+ ny(t) (4.16)

where z,(t), s,(t) and n,(t) are related to the nth signal.
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4.2 Adaptive Modulation and Coding

The concept of AMC is to adjust the modulation and the coding to the
channel characteristics (e.g. path loss, interference... see section 3.1) in order
to improve performance (rate of transmission, BER, spectrum efficiency...).
There are many parameters on which the adaptation can be performed, such
as data rate, power, coding, error probability. In our case, we only adjusted
the modulation with respect to a certain BER threshold. These systems
require some channel information at the transmitter that can be obtained
through the methods stated in Section 3.3.

The matching of the modulation to the most appropriate one occurs
throughout the whole transmission. The first step is to sketch a range of
SNRs that will help us identify the levels of modulation. From a SISO AWGN
channel, we draw the curves of the BER with respect to the SNR. The BER
threshold will determine the SNRs levels at which a higher modulation is
more appropriate to transmit the signal. The goal here is to keep the BER
under the target level (threshold) and maximize the throughput by increas-
ing the order of modulation used to send the signal. Figure 4.2 displays those
ranges:

BER for a SIS0 AWGN channel

Simulated BER |-
Theoretical BER |

BER

Figure 4.2: BER versus SNR curves for a SISO AWGN channel

We have decided to set the BER threshold at 1072, therefore, the ranges
will be as in Table 4.1:
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SNR range(dB) | Under 4.3 | 4.3 to 7.3 | 7.3 to 12 | 12 to 174
Modulation No signal BPSK QPSK 8PSK

SNR range(dB) | 17.4 to 23 | 23 to 28.6 | 28.6 and above
Modulation 16PSK 32PSK 64PSK

Table 4.1: Modulation used for AMC with respect to the SNR range for a
BER threshold of 1072

There is a difference between the theoretical and simulated BER. The
theoretical BER is an approximation which is not accurate for low SNR and
high order modulations.

Moreover, the values of the BER for a SNR below 4.3 dB are higher than
1072, This does not comply with the threshold we have set and therefore, in
this case, we decide not to send any signal. Even though the total throughput
will be substantially lower (0 until 4.3 dB), the BER is above the threshold
set.

Once the AMC thresholds are determined, we calculate the instantaneous
post-processing SNR at the receiver with equation 4.15.

We then compare these instantaneous SNRs with the previously obtained
AMC thresholds. This way, the best modulation order needed to transmit the
signal during this realization is known. If there is no transmission over one
or several streams (SN R;,s; < 4.3dB) and we are using the power-allocation
algorithm named Water-filling (discussed in section 4.3), we re-allocate the
powers between the remaining streams. We then need to re-calculate the
instantaneous SNRs (as the number of transmitting streams has changed).
From those new SN R;, comes a new adaptation of the modulation. This
process is repeated until all the streams have a SN R;,; > 4.3dB.

The goal here is to always remain under the BER threshold while maxi-
mizing the throughput.

As we mentioned before, AMC can be coupled with a Power-Allocation
technique, such as Water-filling to increase all the more the performance, as
the available power will be divided proportionally amongst the best links in
a descending order. We are going to discuss this in the following section.
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4.3 Water-filling

4.3.1 Main concept

The goal of the Water-filling is to allocate the power over the streams to
maximize the capacity. Using the SVD to decompose the channel we can
express the channel H as :

H = UAV? (4.17)

The A matrix contains the singular values which are used to express the
attenuations of the sub channels. The channel will be power filled according
to those attenuations. The sum of all sub channels power has to be less than
a given total power :

Y R <P (4.18)
k=1

P, is the total power, P, is the power of the kth sub channel.

In our case, we assume:

> P=P (4.19)
k=1

The problem is to find the power allocation that maximize the capacity
under the transmit power constraint. Using the capacity formula, assuming
each stream is independent and consequently that the maximum throughput
of the system is equivalent to the sum of the throughput of each stream, the
problem could be written as :

maXZlogg (1 + A k) (4.20)
k=1

o2

n

where A2 is the attenuation for the kth sub channel and o2 the noise
variance. This optimization problem is solved using the Lagrange multiplier
which gives us an equivalent:

> - U(Xn: P, — Pt> (4.21)

taking the derivative with respect to Py, we obtain:
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1 o2 -

where (.)T means P, > 0. P, = 0 for negative values.

4.3.2 Graphical representation

This formula allows us to find the waterline, and fill each sub channel. A
common graphical representation of water-filling can be seen on figure 4.3 :

Figure 4.3: Water-filling pictorially

This is an example of a transmission of 4 streams, the 4 one not receiving
- 2 . .
any power because the ratio S is over the waterline %
4

4.3.3 AMC and Water-filling

In order to stay below the AMC BER threshold, the AMC technique prevents
the transmission of some streams. Indeed, a too low instantaneous SNR will
lead to an undesirable BER. When some streams are removed, the Water-
filling technique is impacted. It may happen that some power has been
allocated to a stream which is doomed to disappear. A new pass of Water-
filling is required to spread the power over the remaining streams. The
process can be seen of Figure 4.4.
When an additional pass is required, a new waterline is defined.
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Channel Estimation

Waterfilling

If streams
SNR instantaneous are removed

computation

AMC decision

Figure 4.4: Water-filling pictorially
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CSI estimation errors and Modeling

In order to use processing techniques, CSI is needed. In general, the CSI
cannot be perfectly acquired at the transmitter. We can distinguish two
main type of estimation error for continuous fading channels :

e Error due to noise in the estimation process

e Error due to the temporal changes in the channel, which rely on Doppler.

5.1 Estimation with noise errors

The estimated channel H, taking into account only noise error, can be de-
scribed as :

~

Hno = H + O-He'r'roTN (51)
where N is a matrix of dimensions Np, x Ng, with zero-mean circularly
symmetric complex Gaussian (ZMCSCG) entries with a variance of 1.
om,,... 1S the standard deviation of the CSI error.

The simplest method to represent the noise due to errors is the following:
The error between the channel H and the estimation containing error H will
be proportional to the mean value of H, so we can set a given value of error
SNR :

SNy, — — I ! (5.2)
E[(H-H)?] o
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A more advanced representation is to use the training based approach
which is widely used in TDD systems. The error is related to the quality of
the estimation directly influenced by the length of the training sequence :

1
2

Herro’r‘

SNRy.., = SNR,+T = (5.3)

where SN R;(dB) is the average channel SNR.
T(dB) is the quality of the estimation related to the length of the training

sequence :

T 1
1010 oc — 5.4
oo (54)

where L is the length of the training sequence.
T = nf means perfect estimation, with an infinite training sequence.

5.2 Estimation with Doppler errors

A simplified representation of the error induced by the Doppler effect can be
made using the parameter p which is the coefficient of correlation between
H and H.

Hy, = pH + /1 — p2N (5.5)

The correlation coefficient decreases as the feedback delays increases.

Data Stream

~

HAl H2
p=corr(H,H) 2 > P,

Figure 5.1: Example of a training sequence

The correlation coefficient describes how the channel has changed between
two time samples. The correlation is linked to the speed of the receiver, which
can be described in terms of Doppler frequency. The correlation coefficient
p is linked to the maximum Doppler frequency fgnq. and to the delay 7
between the two samples. If angles of arrival are uniformly distributed, the
correlation can be written using the Bessel function J, :
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p(T) = J0(27demax7—) (56)

Knowing that the maximum Doppler frequency can be express as:
U
fdmaz = fcz (57)

where f. is the carrier frequency, u the receiver speed and c the speed of
light.

Then, the correlation can be expressed in function of the distance traveled
0; between two measures:

(1) = Jo(2T famazT) = Jo <27T£u7') =J, (27r—) (5.8)

C

p(8) = J, (QW%) (5.9)

For example at 3Ghz and at 5Ghz, for a correlation of 0.9 according to
the curves 5.2 and to the formula 5.9, the distance traveled by the receiver
in movement is respectively 1.76 cm and 1.05 cm.

Correlation
s T T T T T T T I I
h | Correlation @ 3Ghz
08k \ — — — Correlation @ 5Ghz
’ \
\
— \ —
0.6 \
\
a \
c 04 \ =
il
< \ .
° \ < N ~
5 o02F . / N PR NN .
O Vs N 7 ~
\ / s N
\ / A \ 4 N
or \ / N , Vs N . -
\ / \ . N
\ I4 N s
-0.2+ \ 7 o _ 7 —
\ 4 T
N7
-04¢ \ \ ~ \ \ \ \ \ \ N
0 0.5 1 1.5 2 2.5 3 35 4 4.5
in seconds -10
x 10

Figure 5.2: Correlation @ 3Ghz and 5Ghz

40



Chapter

Simulations

The aim of this project is to study the influence of CSI imperfections on
Eigenmode-based pre-processing schemes. To do so, we conceived a simula-
tor of various system configurations allowing us, according to the parameters
of the simulation, to see how the presence of errors in the channel estima-
tion is detrimental to the pre-processing techniques used at the transmitter.
The project contributions are the simulations of the system performance. To
model the channels and run the simulations, we used the software Matlab.
We started from scratch and no outer sources were used to complete our
simulations.

This chapter is divided into three parts.

First, we will go through the simulations run for a SISO communication
system without CSI errors in section 6.1. Secondly, in section 6.2, we will
analyze the results for a MIMO communications system with perfect CSI.
And lastly, the case of a MIMO communications system with imperfect CSI
will be discussed and the results commented in section 6.3.
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6.1 SISO with perfect CSI

In this section, we will discuss the performance of a perfect SISO communi-
cation system (no CSI errors). Some of the code used for the simulations will
be presented and commented, including channel modeling, BER calculation
and result interpretation.

This section comprises two parts. First, we will discuss the Additive
White Gaussian Noise (AWGN) channel model, and secondly, the Rayleigh
fading model.

6.1.1 SISO AWGN channel

The SISO AWGN channel model is the simplest configuration we have sim-
ulated. It is also the one we have used to determine the SNR ranges that
will be used for the AMC (see section 4.2). The channel model is the one
mentioned in section 3.2.1 in figure 3.4. The block diagram of our code for a
SISO AWGN channel can be seen on Diagram 6.1.

Equation 6.1 corresponds to equation 3.10 for a PSK transmission through
a SISO AWGN channel:

y(t) = h.x(t) + n(t) (6.1)

The channel is time-invariant and therefore is not a function of time. The
SNR is determined according to equation 6.2.

P.E[|H|?

2
On

SNR = (6.2)

where P is the transmit power of the link, H is the expression of the
channel and o2 the noise variance.

For each order of modulation, we make the SNR vary (from 1 to 40 dB)
and we both calculate and simulate the BER. First, we determine the stan-
dard deviation of the noise o, from the value of the SNR with o, = \/SlNiR'
We generate the channel (H = 1) and the noise that follows a Gaussian dis-
tribution of variance o2 and mean zero. We then modulate the bit stream,
send it through the channel (as in equation 4.5) and demodulate the signal
received. From the number of errors between the transmitted and received

bit streams, we determine the bit error probability.
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For each modulation order

For each value of SNR (1 to 40 dB)

Generation of the bit stream BER from Theory + Practical

Calculation of the standard
deviation of the noise (1)

Determination of the total
number of errors

Bit to symbol conversion

modulation wrt modulation order Symbol to bit conversion

Demodulation of the
received signal

Generation of the channel H=1

Generation of the noise
Gaussian distribution Variance 1,
mean 0

Transmission over

p— Received signal (2)

Figure 6.1: Block diagram for a SISO AWGN channel

For BPSK and QPSK, the following equation is used |4]:

r=o(yfx) (6:)

where Ny ~ 02 and ;[—”0 is the Energy per bit to noise power spectral density
ratio, a normalized version of the SNR, also known as SNR per bit.

However, for QPSK, the symbol error probability differs:

Py =20Q 2;7—1; (1 1o 26—1’) (6.4)

Higher orders of PSK modulation introduce a symbol error probability
that can be calculated as follows:

_ b (gin =
Py =2Q QkNO (sm M) (6.5)
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where k is the modulation order, or number of bits per symbol
(k =logy, (M)) and M the constellation size.

This is an approximation that works best for high values of SNR which is
the area we are interested in.

It is not always easy to find the equivalent bit error probability, since
it depends on the mapping of k-bit symbols into the corresponding signal
phases. However, when we use Gray code, two k-bit symbols corresponding
to adjacent signal phases differ in only a single bit. Since the most probable
errors due to noise result in the erroneous selection of an adjacent phase
to the true phase, most k-bit symbol errors contain only a single-bit error.
Hence, the bit error probability can be approximated as (for M-ary PSK
modulation) [4]:

1
}Z%) ~ 25 }:ﬁyf ((3.(3)

Both the theoretical and simulated BER can be calculated, and com-
pared. From theory, the BER as a function of the SNR is determined by the
probability of error for each bit, as:

BER(SNR)ipeo = P, (6.7)

From the simulations, we compare the received bit stream with the trans-
mitted one and calculate how many errors occurred. Then, we divide this
number by the total number of bits sent, again, for each value of the SNR:

BER(SNR)gm — w (6.8)
bits

where > (Errors) is the number of wrongly received bits and N the total
number of sent bits.

Plotting the BER with respect to the SNR, we obtain Figure 6.2:

We notice that the simulated BER fits almost perfectly with the the-
oretical one, except for low SNR at high order of modulation where the
approximation used in the theoretical formula becomes inaccurate.

To have a better understanding of the influence of the modulation on the
transmission, we have plotted both the probability of correctly receiving a
symbol and the bit throughput curves per symbol time with respect to the
SNR. Here, the time reference is the symbol time (presented in Section A.1)
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BER for a SIS0 AWGN channel

Simulated BER

Theoretical BER |
[
L
o
Figure 6.2: BER versus SNR for a SISO AWGN channel
Probability of correctly receiving a symbol for a SISO AWGN channel
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Figure 6.3: Probability of correctly receiving a symbol for a SISO AWGN
channel

and only one transmission takes place at a time (SISO). The symbol proba-
bility can be seen in Figure 6.3:
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We notice that for low modulation orders (BPSK and QPSK), the symbol
sent is well received with low values of SNR. The throughput, however, re-
mains low. With higher modulation orders, the number of symbols correctly
received in only one Ts increases significantly.

For each SNR, we compute the throughput using Equation 6.9:

Nypies — Y (Errors)
Nbits
Figure 6.4 displays the curves of the bit throughput for the same situation.

Throughput(SNR) = (6.9)

Bit throughput for a SISO AWGN channel

Throughput Bits/Ts
w
T

ob BPSK | |
QPSK
8PSK
16PSK

1= 32PSK [
64PSK

0 | | | | | | |

0 5 10 15 20 25 30 35 40

SNR
avg

Figure 6.4: Bit throughput for a SISO AWGN channel

These curves allow us to see the correspondence between modulation or-
ders and sent/correctly received data. From the first graph, the best case in
which the least errors were encountered was certainly the BPSK. However,
when it comes to rate of transmission, we notice that there are much better
compromises between BER and throughput.
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6.1.2 SISO Rayleigh Fading channel

Now, we are going to discuss the case where the channel suffers from Rayleigh
fading. The difference between the preceding channel model and this one lies
in the creation of the channel. Here, it is no longer constant but instead,
is randomly generated and therefore introduces the phenomena mentioned
in section 3.1.1, such as fading. The block diagram of our code for a SISO
Rayleigh channel is presented on Diagram 6.5.

For each modulation order

For each value of SNR (1 to 40 dB)

For each realization (arbitrary number)

Generation of the bit
stream

Determination of the

Generation of a random average BER (3)

channel of average gain 1
Generation of noise

Calculation of
instantaneous SNR (1)

Determination of the total
number of errors

Calculation of
instantaneous BER (2)
Transmission over Received signal (2)
the channel

Estimation of the channel

Figure 6.5: Block diagram for a SISO Rayleigh channel

Therefore, we rely on the instantaneous SNR to determine the BER (both
simulated and theoretical). For each realization of the channel, and we obtain
a different value of SN R; with the same equation as for a SISO AWGN link,
only here the channel varies:

P, E[|H |?]

SNR; = ;
Un

(6.10)
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Matlab offers many useful functions that we have been using throughout
the simulations. One of these functions named berfading can plot the BER for
a certain modulation type, constellation size, diversity and symbol mapping.
This helped us checking our curves in addition to the formula introduced
earlier and the simulated results. Figure 6.6 shows the curves of theoretical
and simulated BER obtained with values of SN R; along with the curve of
BER obtained from Matlab’s function berfading with respect to SNR.

Average BER vs. average SNR for a SIS0 Rayleigh Fading channel

Sirmulated
Theoretical :
Matlab Function berfading |

g 10 15 20 25 30 35 40

SNR,,,, (46)

Figure 6.6: Average BER versus average SNR for a SISO Rayleigh channel

We notice, first, that the simulated curves correspond to the theoretical
one perfectly. The variations we notice at high SNRs (from 25 to 40 using
BPSK/QPSK) are explained by the number of realizations of the channel
used to plot these curves. It requires a lot of realizations to get a smooth
curve but it also substantially increases the computational complexity. This
is due to the number of bits we send through the channel. Basically, the BER
is based on the probability that a bit is wrongly received. If we do not have
enough samples (bits) to base the calculation (or simulation) of the BER on,
we will not have accurate values when it comes to very low probability (lower
than 1071). We have determined that we needed at least 20,000 realizations
to get a smooth curve fitting with the theory. The shape of the curve for
values of SNR between 30 and 40 using BPSK is shown in figure 6.7.

Concerning the throughputs, the curves have similar slopes to the ones
presented for a SISO AWGN channel. Nevertheless, the fading the channel
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Shape of the BER curve for high values of SNR using 20,000 realizations {only BPSK)

Matlab function berfading B
Theoretical fram SNR, :

SNR_ (dE)

Figure 6.7: Shape of the BER curve at high values of SNR using 20,000
realizations (only BPSK)

is suffering from requires higher values of SNR in order to match the same
BER level of an AWGN channel.
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6.2 MIMO with perfect CSI

In this section, we will discuss the results obtained with a perfect MIMO
communication system (no CSI errors). Some of the code used for the simu-
lations will be presented and commented, including channel modeling, BER
calculation and results interpretation. Moreover, some of the pre-processing
techniques that have been reviewed earlier in section 4 have been used in our
simulations. Concerning MIMO transmissions, we use for all our simulations
the Eigenmode transmission scheme as a basis.

Thus, we will begin with a MIMO system using the Eigenmode trans-
mission scheme. Then, we will deal with the case where we use Adaptive
Modulation and Coding in addition, and finally, we will study the case where
we use both AMC and Water-filling. The results will be presented and in-
terpreted for each case. Then, we will compare them when using different
techniques and conclude on the simulations.

6.2.1 Simulations using Eigenmode Transmission scheme

From SISO to MIMO, the program’s structure consequently changed. Dia-
gram 6.8 displays the block diagram of the structure of the code used for the
following simulations.

Basically, we have a certain number of signals that need to be transmitted
over a channel. The channel is composed of several Tx antennas and several
Rx antennas. In the simulations, both the size of the system and the number
of signals sent can be adjusted. The main difference here lies in the creation
of the channel, that here takes the shape of a matrix of dimensions Np, x
Ng,. The creation of the noise also varies with the number of transmitting
and receiving antennas. Then, we do the singular value decomposition of the
channel and we pre-process the signal. The form of the received signal can
be expressed as a combination of equations 4.4 and 3.10 that can be written
as:

y=HWs+n (6.11)

The next step is to post-process the signal to recover it rightfully (each

parallel stream being independent), as described in Section 4.1 through equa-

tions 4.10 to 4.16. From there on, we can determine the BER and the

throughputs the same way we did with SISO. Figure 6.9 represents the curve

of the BER versus the average SNR for a system with Ny, = Ng, = 5
sending five streams (fully-loaded).
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For each modulation order

For each value of SNR (1 to 40 dB)

For each realization (arbitrary number)

Generation of a random
channel of average gain 1
Generation of noise

Determination of the
average BER

SVD of the channel
Determination of the

number of errors

Calculation of
instantaneous SNR
Demodulation and symbol
to bit conversion
For each stream

Eigenmodes post-
processing

Bit to symbol conversion
and modulation

Transmission over
the channel For each stream

Eigenmodes pre-processing

Figure 6.8: Block diagram for a MIMO channel with perfect CSI using Eigen-
mode transmission scheme

We can see the curves are similar with the ones of a SISO system suffering
from Rayleigh fading but there are more errors in the MIMO case. This is
due to the total transmit power that is the same for both cases. However,
concerning the MIMO, the power is split between the five streams sent over
the channel. Each of them has then only one fifth of the power, which results
in a higher BER for the whole transmission.

That does not mean a fully-loaded MIMO system is less efficient than
a SISO one. Although we noticed it is the case in terms of BER, in terms
of throughput, the MIMO system has obviously much higher performances,
due to the multiplexing of the streams. We can see this on Figure 6.10.

Influence of the number of streams sent

We are now going to see the influence on the BER of a large system compared
to the number of streams to be sent. This situation introduces the same 5-by-
5 MIMO system, but this time while sending only one, two and four streams
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BERavg Vs SNRavg for a MIMO 5x5 system with 5 streams using Eigenmodes Transmssion
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Figure 6.9: Average BER vs. average SNR for a MIMO 5-by-5 system sending
5 streams using Eigenmode transmission

Bit throughput for a MIMO 5x5 system with 5 streams using Eigenmodes Transmission
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Figure 6.10: Bit throughput for a MIMO 5-by-5 system sending 5 streams
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over the channel.
Figure 6.11 displays the average BER with respect to the average SNR
for the number of streams mentioned before with different modulations.

‘ BERan vs. SNRaVg for MIMO 5x5 systems sending 1, 2, 4 and 5 streams using Eigenmodes Transmission
10’ T T T T T T I =
Sending 1 stream |4
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BT ot S S S KX Sending 5 streams ||
8PSK I

) ~s 16PSK
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Figure 6.11: Average BER vs. average SNR for a MIMO 5-by-5 system
sending 1, 2, 4 and 5 streams using Eigenmode transmission

The red curves represent the BER curves for each case where we send 1,
2, 4 and 5 streams over the channel using 8PSK. The cyan and dark yellow
ones are respectively using 16PSK and 64PSK modulations. We easily notice
the difference between a fully-loaded system and a 5-by-5 system sending a
single stream. We use these higher modulations to do the comparison, since
BPSK and QPSK cases are not relevant for the comparison with other system
sizes when sending 1 or 2 streams. Indeed, the BER is so low (even at very
low SNR) that the curves are barely visible on the scale we are using,.

Plain lines are used to display the curves for a single stream sent, dashed
lines for 2 streams, dotted lines for 4 streams and finally dash-dotted lines
for 5 streams.

We can see that the less streams sent, the better the BER. However, we
have already discussed the performance in terms of throughput (available on
Figure 6.12) that vary a lot depending on the number of streams sent. Also,
in a practical context, the setting up of large systems is costly. Therefore,
they should be used in close accordance with the needs.
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Let us study the influence of the number of streams on the BER for a
fixed modulation. For a 16PSK modulation, when we only send 1 stream,
the BER reaches the threshold (1072) for SN R,,, = 6.45dB. The threshold
is reached for an average SNR of 11.25dB, 20.65dB and 32dB when sending
2, 4 and 5 streams respectively. For the first two curves (1 and 2 streams),
we notice the slopes are very similar. Nevertheless, the division of the power
amongst the transmitting antennas introduces a shift in the BER. Indeed,
the antennas all have one fifth of the power at their disposal but from one
case to the other, they need to send more or less streams over the channel,
but always with the same amount of power. There will obviously be more
errors (and the BER values will be shifted) when more streams need to be
sent because there is more data to send while the power is not increasing.

Concerning the curves displaying the 4 and 5 streams cases, we can see
that they are less steep in addition to the shift mentioned before. The diver-
sity gain (see Section 3.2.2) introduced by the large number of antennas in
comparison with the number of streams sent decreases when we start sending
a higher number of streams (from 4). Thus, the higher the SNR, the greater
the gap between the 1/2 streams and 4/5 streams curves. This is the main
point of the next study, the influence of the system size on the BER.

Figure 6.12 represents the throughput curves for the latter systems.

We can see on this figure that, naturally, the more streams sent over
the channel, the higher the throughput (especially towards high SNR). Even
though the maximum throughput is reached faster (requires lower SNR) for
cases where 1 or 2 streams are sent, comparatively, it is less important than
for cases where 4 and 5 streams are sent. It is again a matter of how the
system should be loaded and what kind of SNR would be available for the
transmission. The more streams we send, the higher the throughput, but
also the higher the required SNR to reach full capacity (when the through-
put equals the maximum throughput for a given modulation order). As illus-
trated on Figure 6.12, using 8PSK, the maximum throughputs are reached at
values of SNR,,, = 3dB, 9dB, 21dB and 35dB when 1, 2, 4 and 5 streams
are sent, respectively. The gap between those values remains constant when
using higher modulations as we can notice with 64PSK, reaching maximum
throughput at 21dB, 27dB, 39dB and a above 40dB for 5 streams sent.

We have seen that the number of streams sent over the channel has a
strong influence on the performances both in terms of BER and throughput.
Indeed, depending on the system size, a larger number of streams will reduce
the BER performance (nearing the SISO Rayleigh channel case) but the
throughput ones will be much higher. On the other hand, a smaller number
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Bit throughputs for 5x5 MIMO systems sending 1, 2, 4 and 5 streams using Eingenmodes transmission
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Figure 6.12: Bit throughput for 5-by-5 MIMO systems sending 1, 2, 4 and 5
streams using Eigenmode Transmission

of streams will drastically increase the BER performances, but to the expense
of the throughput, along with the amount of data sent.

Influence of the system size

We are now going to study the influence of the system size on overall per-
formances. The comparison will be led between SISO, MIMO 5-by-5 and
MIMO 8-by-8 fully-loaded systems.

Figure 6.13 displays the BER curves for those systems using BPSK,
16PSK and 64PSK.

The SISO case remains the best in terms of BER performance. Also,
this difference in BER barely varies with different modulations. Indeed,
at SN Ry, = 20dB, for a BPSK modulation in SISO, BER,,, = 2.3.1073
whereas in MIMO 8x8, BER,,, = 1.4.1072, so to say a difference of 1.17.1072.
For 16PSK modulation at the same value of SNR, BERy,, = 3.2.1072 in
SISO and BER,,, = 5.6.1072 in MIMO 8x8, a difference of 2.4.1072. And
finally, concerning 64PSK, BER,,, = 1.3.107" for SISO and BER,,, =
1.5.107! for MIMO, a difference of 2.1072. The curves are also rather par-
allel from one system to the other, it means these fully-loaded systems have
the same diversity order with respect to number of streams sent.
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BEREWg Vs. SNRaVg for fully-loaded systems - SISO, MIMO 5x5, MIMO 8x8 using Eigenmodes Transmission
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Figure 6.13: Average BER vs. average SNR for SISO, MIMO 5x5 and MIMO
8x8 fully-loaded systems using Eigenmode Transmission

We can deduce that the system size has actually the same impact on the
different modulations at a fixed SNR. However, the BER is generally lower
for a small system than for a large one, because of what we mentioned earlier
with the transmit power being divided among the antennas.

We will now discuss the influence of the system size on the throughput
curves, available on Figure 6.14.

As we have seen throughout this section, the throughput increases along
with the number of streams sent and the modulation order. The BER perfor-
mances being better for smaller systems, the maximum throughput for each
modulation is reached earlier than for larger systems.
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Bit throughputs for SISO, MIMO 5x5 and MIMO 8x8 fully-loaded systems using Eigenmodes Transmission
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Figure 6.14: Bit throughputs for SISO, MIMO 5x5 and MIMO 8x8 fully-
loaded systems using Eigenmode Transmission
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6.2.2 Simulations using AMC pre-processing

As we discussed in the theoretical section 4.2, the AMC requires the setting
of a range of modulation levels to respect a fixed threshold. The range values
are obtained from the BER curves of a SISO AWGN channel with perfect
CSI. The goal of AMC pre-processing is to maximize the throughput while
obeying the BER constraint. The block diagram of our code for a MIMO
channel using AMC pre-processing can be seen on Diagram 6.15.

For each value of SNR

While there are bits to be sent

Random channel
Random noise

Determination of the

SVD of the channel average BER

Calculation of

instantaneous SNR Determination of the

number of errors

Determination of number

of streams to be sent ]
Demodulation

Choice of modulation from
the SNR range Eigenmodes post-
processing
Modulation of each stream T e GG GV
the channel For each stream

Eigenmodes pre-processing

Figure 6.15: Block diagram for a MIMO channel with perfect CST using AMC

We have studied this pre-processing method for two different BER thresh-
olds, 1072 and 1073. Figure 6.16 displays the average BER versus average
SNR curve for a fully-loaded 5-by-5 MIMO system using AMC (with both
thresholds) in addition to the Eigenmode transmission scheme.

We can see that the values of BER respect the thresholds that have been
set in both cases. The throughput curves (seen on Figure 6.17) allow us to see
that throughout the simulation, the number of bits sent increases while the
BER remains under the threshold. It emphasizes the choice of modulation
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BER,,Vs. SNR,  for a fully-loaded MIMO 5x5 system using AMC with Thresholds 102 and 1073
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Figure 6.16: Average BER vs. average SNR for a fully-loaded 5-by-5 MIMO
system using AMC

that occurs depending on the instantaneous SNR. Using higher modulations,
we send more bits during the same period of time.

We can notice that the throughput is higher for a BER target of 1072,
This is due to the modulation ranges varying according to the threshold set.
Indeed, Table 4.1 from Section 4.2 displays those ranges for a BER threshold
of 1072. Let us compare them with the ones for a threshold of 1073, available
on Table 6.1.

SNR range(dB) | Under 6.8 | 6.8 to 9.7 | 9.7 to 14.7 | 14.7 to 20.3
Modulation No signal BPSK QPSK 8PSK

SNR range(dB) | 20.3 to 26.1 | 26.1 to 31.9 | 31.9 and above
Modulation 16PSK 32PSK 64PSK

Table 6.1: Modulation used for AMC with respect to the SNR range for a
BER threshold of 1073

As we could expect, the minimum value of SNR required to obey the
BER threshold is higher for a threshold of 1072 than 1072,
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Bit throughputs for a fully-loaded MIMO 5x5 system using AMC with Thresholds 102 and 107
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Figure 6.17: Bit throughputs for a fully-loaded 5-by-5 MIMO system using
AMC

On Figure 6.17 appear what we could call bumps at certain values of
SNR. Indeed, each time the SNR reaches a value used to set the levels of
modulation, there is a noticeable increase in the throughput. Also, those
bumps do not take place at the same values of SNR for the two thresholds
set, since the ranges used vary with respect to the threshold. This again
comes down to the influence of the threshold on the modulation ranges,
shifting the values from which we can increase the modulation orders. Next
section 6.2.3 discusses the use of AMC along with Water-filling, in which
we study the influence of AMC with and without Water-filling on different
parameters such as modulation used, throughput and BER.
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6.2.3 Simulations using AMC and Water-filling pre-processing

The Water-filling processing is known to be really efficient only when AMC is
also used. This is the reason why we are only focusing our results presentation
on Water-filling coupled with AMC.

Effect of the Water-filling on a given modulation order

We have seen in Section 4.2 that AMC chooses the best modulation depend-
ing on the instantaneous SNR. Combined with Water-filling, AMC leads to
an even greater increase of the system throughput. Indeed, the power is
allocated to the channels in a descending order of quality, which allows the
AMC to use higher orders of modulation. This mechanism can be perfectly
seen on Graph 6.18 representing the probability of using a given modulation
at a given average SNR.

Probability to use a certain modulation at a given average SNR
MIMO eigen transmission using AMC 5x5 system using 4 streams

4

L INo waterfilling
[ I waterfilling

Probabulity of having a given modulation

. SNR
Modulation NoTx O avg

Figure 6.18: Probability of using a given modulation in AMC MIMO context

We can notice that Water-filling decreases the probability of non-transmitting
streams for low average SNR (under 4.3dB) and increases the probability of
transmitting with higher modulation for a given average SNR. The 2PSK
modulation is less used at the expense of a higher modulation such as 4PSK.
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Nevertheless, this effect is not present above 32PSK, where the probability
of choosing a certain modulation is the same without Water-filling.

Effect of Water-filling on throughput

The effect on the throughput is straightforward. We have seen on Figure
6.18 that the modulation is statistically increased for a given SNR and as
the AMC BER threshold is respected (here 1072), the throughput is higher
with water-filling for low SNR. These effects can be seen on Graph 6.19,
where each is represented.

Average symbols sent per symbol time per channel
MIMO eigen transmission 5x5 system 4 streams AMC

5 -+ No waterfilling|
I waterfilling

Bits sent per stream per Ts

04
4th stream

3th stream 40

2nd stream

Streams .SNR

1st stream 0

Figure 6.19: Average bits sent per symbol time per channel with MIMO
transmission using Water-filling

As we have seen before, the SVD decomposition is sorting the Eigenvalues
in descending order, which means the first streams are much stronger. We
can see the effect of water-filling on the 3 first streams for low average SNR :
the number of bits sent per symbol time per stream is higher, on the contrary,
the 4th one is using lower modulation due to the poor quality of the link.

The total throughput is displayed on graph 6.20. The effect of Water-
filling is visible at low SNRs. We can deduce that it is interesting only for
low average SNR.
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Throughtput of a MIMO eigen transmission AMC
5x5 system 4 streams using waterfilling
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Figure 6.20: Throughput of a MIMO 5x5 system sending 4 streams using
Eigenmode transmission with AMC and Water-filling

Effect of Water-filling on BER

On Figure 6.22, with water-filling, we still observe the waves due to the
modulation changes. SISO AWGN curves have been plotted to underline
the AMC effect. These are the curves that have been used to set the AMC
threshold. It can be noticed that the Water-filling curve and normal curve
are woven. The nodes are the AMC BER thresholds.
Two theories can be drawn up to explain this woven phenomenon:

The graph 6.22 displays two possible situations in Water-filling/AMC pro-
cessing. With Water-filling, we increase the power on certain streams, we
increase the instantaneous SNR, AMC decision use higher modulation lead-
ing to a change of BER.

- 15" situation: The jump noticed in Water-filling/AMC processing leads to
a transmission with a higher BER for a given SNR than without
Water-filling.

- 2" situation: The jump noticed in Water-filling/AMC processing leads to
a transmission with a lower BER for a given SNR than without
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. AMC WF mechanism for a 5x5 system 4 streams compared with thearitical SIS0 AWGH cunves

107

BER simulated

10

Figure 6.21: AMC results illustrated with SISO theoretical curves

Water-filling.

Regarding the throughput (Figure 6.20), the performance is clearly re-
lated to the BER as we are not using the packet transmission mechanism.
The effect of the Water-filling is not obvious, however, it is more efficient for

low values of SNR.
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BER for a SIS0 AWWGHN channel
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Figure 6.22: BER for AWGN fading : explanation of woven curves when
using AMC
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6.3 MIMO with imperfect CSI

The aim of the previous simulations was to establish a model of communica-
tion system. Using this basis, the notion of channel error can be implemented.
As discussed before, the simulation analysis is focused on noise and Doppler
estimation errors.

The most complex communication model simulated in the project is the
MIMO Eigenmode-transmission using AMC and Water-filling. It is not
straightforward to study the impact of a misestimated channel. Some in-
termediate steps are necessary to reach a good analysis and interpretation
of the effects. Each type of error is simulated independently, looking at the
impact on a simple MIMO transmission with a different fixed modulation,
without Water-filling. Then AMC is introduced with and without Water-
filling.

The simulation have been made with a MIMO 5x5 system sending 4
streams with CSI errors at both sides (Tx and Rx). The influence of CSI
errors at only one side is studied in the following sections. The estimation
model chosen is the training sequence approach (see section CSI 3.3).

The block diagram 6.23 explains the simulation process used to simulate
CSI errors in general (this is an example of CSI at both side, Tx and Rx).

6.3.1 Channel Noise Error

As seen in the theoretical section, the noise could be simulated using two
methods. The simple one describes the quality of the estimation as constant
even if we increase the quality of the transmission. On the contrary, the
advanced method is taking into account the SNR of the transmission.

Simple channel estimation undergoing noise

As seen in section 3.3,the misestimated channel ]I:]I, taking into account only
noise error, can be described as :

Hno = H+ O—HETTOTW (612)

W is a matrix of dimensions Np, x Ng, with zero-mean circularly symmetric
complex Gaussian (ZMCSCQG) entries and variance 1.

OmH.,.., 15 the standard deviation of the CSI error.

We assume the reciprocity of the channel, which means it assumes the channel
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For each value of SNR (1 to 40 dB)

For each realization (arbitrary number)

Generation of a random
channel of average gain 1
Generation of noise

Determination of the
average BER

SVD of the ESTIMATED
CHANNEL Determination of the
number of errors

Calculation of
instantaneous SNR based
on ESTIMATED CHANNEL Demodulation and symbol
to bit conversion

For each stream
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based on ESTIMATED
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Figure 6.23: General block diagram of the transmission with imperfect CSI

from the transmitter to the receiver is approximately the same as the channel
from the receiver to the transmitter.

Effect on modulation of channel estimation undergoing noise

A misestimated channel due to noise has a stronger effect on higher mod-
ulations. It can be explained by the intrinsic nature of modulation mech-
anisms. Indeed, since the symbols in the constellation size are closer, a
misestimation of the channel easily leads to a wrong interpretation of the
symbols.

On the graph 6.24, an irreducible BER can be observed. An irreducible

BER represents the lowest level of BER that can be reached. For example,
using 64PSK, the irreducible BER is 0.2 for a SN Ry, = 15dB.

It can be explained mathematically with a SISO simplification. Indeed,
we can consider in our case that each stream is an independent SISO stream
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Influence of a Misestimated channel on BER using different modulation  (Only Noise estimation error is taken into account)
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Figure 6.24: Influence of a misestimated channel (noise only) on different
modulations with CSI errors at Tx and Rx

because we are not taking into account ISI and each noise is independent.
Let us take the basic formula of transmission including misestimation of the
channel dh;.7 for one stream:

The SNR is defined as :

if 6h;=0 SNRZW
(6.14)

- _ ImalPEQa)
Zf 5hi7é0 SNR_W

If the number of realizations tends towards infinity, ||A;]|> — 1 and E(|x|?) —
1 due to their Gaussian properties. So the SNR becomes :

if 0hy=0  SNR=_

if ohi#0 SNR= (6.15)

1
o7 +l|oh?
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On this graph, the SNR is increasing with a constant power which means 0,2”
tends towards 0. The irreducible SNR for dh; # 0 is :

SNRirred =

1

- 6.16
AR (6.16)

The irreducible SNR is linked to the degree of error made.

Effect on AMC of channel estimation undergoing noise

The AMC is as expected impacted for high SNR as we are using high
modulations (Graph 6.25).

Influence of a Misestimated channel on BER using AMC  (Only Noise estimation error is taken into account)
MIMO Eigen-transmission — system 5x5 — 4 stream

101:
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e
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Figure 6.25: Influence on BER of a misestimated channel (simple noise only)

on AMC

A channel SNR above 30dB is necessary to maintain the BER below the
AMC threshold.
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Relative Noise Estimation

The relative noise estimation is a more advanced representation using the
training based approach. The error is related to the quality of the estimation
directly influenced by the length of the training sequence as expressed on
equation 6.17:

SNRy,., = SNR; +T = (6.17)

2

HETTO’I‘

where SN R;(dB) is the average channel SNR,
T(dB) is the quality of the estimation related to the length of the training
sequence (7" = oo means perfect estimation).

Effect on modulation of channel estimation undergoing relative
noise

The throughputs of fixed modulations are impacted at low SNR (graph
6.26) by relative noise errors but when the average SNR of the transmission
increases, the value in dB of the estimated channel T' (see equation 6.17)
becomes high enough to cancel the effect of the noise error estimation. Also
we noticed that high modulations order are more impacted.

Effect on AMC of channel estimation undergoing relative noise

We can see on graph 6.27, a MIMO system with CSI errors at Tx and
Rx that the effect of the relative noise above 10 dB is similar to the one
with simple noise. The effect of the relative noise on AMC is interesting.
Indeed, at low SNRs, throughputs of the transmission suffering from Tx and
Rx estimation errors are higher than the perfect channel. However, above
10dB, the effect is similar to the simple noise error. Then, due to the relative
noise, the effect vanishes above 40dB (curves converge).

The effect below 10dB can be explained by the nature of the relative noise.
The value of oy,,,,, is close to 1 at low SNRs, so the mean square value of
Noy,,... is close to 1. As we have seen, the relative noise is expressed as :

1
2

He’r’r‘o'r

SNRy., =SNR; + T = (6.18)

est
We know that the mean square value of a rayleigh channel is 1.
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Effect of CSI error with relative noise on fixed modulation
MIMO eigentransmission 5x5 system with 4streams
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Figure 6.26: Influence on throughput of a misestimated channel (relative
noise only) on different modulations

Effect of CSI error with relative noise on AMC
MIMO eigentransmission 5x5 system with 4streams
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Figure 6.27: Influence of a misestimated channel (relative noise only) on
AMC

So the mean square value of the misestimated channel with relative noise
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will be close to 2 at low SNR :
E[Heror’] = EHerror’] + EWo,?| =1+1=2 (6.19)

As explained previously, the AMC is based on the instantaneous SNR,
which is based on the eigenvalues extracted from the channel estimated. As
the channel has a higher mean square value, the eigenvalues are greater and
the instantaneous SNR is overvalued. The AMC is based on SNR ranges
to determine the modulation. Due to the overvalued SNR, the algorithm is
choosing higher modulation orders than the ones it should usually choose.
So we can see on BER curves of SISO channel with imperfect CSI (graph
6.28) that the errors are greater, but the throughput (graph 6.29) is higher
due to the increase of the data rate.

Throughput of an 1x1 system , impact of different kind of CSI error with relative noise
T T T T T

1.6

I I
Txonly — SNR,, = 0dB

Txonly - SNR,, = 5dB
141 YT

__ Rxonly- SNF?H =0dB

12k Tx only - SNRHW= 5dB

TxRx - SNR, = 0dB

[N
T

TxRx only — SNR’H =5dB

——j— Perfect CSI - SNR, =+ dB

o
=]

o
=)

Throughput Bits/Ts

o
N

Figure 6.28: Influence on throughput of a misestimated channel (relative
noise only) on SISO

This phenomenon can be explained in details, for example, for a SNR
around 7.3dB (value from which AMC switches to QPSK):

e For a high number of channel errors realization, the (post-processing)
SNR will be overestimated, so to say SNR (with CSI relative noise
error) > 7.3dB while the actual is less than 7.3 dB.

e When the SNR is underestimated and below 4.3dB, the throughput for
impetfect CSI < throughput with perfect CSI. However the number of
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BER of an 1x1 system , impact of different kind of CSI error with relative noise

Txonly - SNRH =0dB

_ Txonly- SNR;”: 5dB
_ Rxonly- SNR:: 0dB
_ . _ . Txonly- SNRHW= 5dB

— TxRx-SNR, =0dB

— . — . TxRxonly - SNR,, = 5dB

——f— Perfect CSI - SNR =+ dB

Figure 6.29: Influence on BER of a misestimated channel (relative noise only)
on SISO

occurence of this case is lower than overestimation case when SN R,
is 7.3dB. Only transmissions with CSI imperfection at Tx or at Tx and
Rx are impacted. The Rx only errors are not impacted, as the estima-
tion of the channel at the transmission is correct.

The overvalued instantaneous SNR theory is confirmed by the graph 6.30
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Probability of using a given modulation order at 1 dB SNR vq ON SISO system
with an misestimated channel with only relative noise 'Iﬁ:gSNRH =0dB

error

using different CSI error sources
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Figure 6.30: Probability of using a given modulation order at 1 dB SN Ry,
on SISO system with an misestimated channel with only relative noise T =
SNRy,,... = 0dB using different CSI error sources
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6.3.2 Channel Doppler Error

As seen in the theoretical section, the simplified representation of the error
induced by the Doppler effect can be done using the parameter p, the coef-
ficient of correlation between H and H. This representation supposes we are
using the training sequence approach. The mathematical representation can
be noted as :

Hyo = pH + /1 — p?W (6.20)

W is a matrix of dimensions N, x Ng, with zero-mean circularly symmetric
complex Gaussian (ZMCSCQG) entries with variance 1.

As expressed previously, the correlation p can be expressed in function of
the distance traveled §; between two measures:

p(8) = J, (m%) (6.21)

For example at 3Ghz and at 5Ghz, for a correlation of 0.9 according to
the curves 5.2 and to the formula 5.9, the distance traveled by the receiver
in movement is respectively 1.76 cm and 1.05 cm.
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Effect on modulation of Doppler error estimation

The misestimated channel due to Doppler errors has a similar effect on
BER performance as noise errors (see graph 6.31). We also notice the ir-
reducible BER with a certain floor. Notwithstanding, the effect seems to
impact more the estimation for low SNR.

Influence of a Misestimated channel on BER using diffenrent modulation (Only Doppler estimation error is taken into account)
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Figure 6.31: Influence of misestimated channel (relative noise only) on AMC

Regarding the throughputs, we can notice that at fixed modulation, even
at high SNR, the effect of the misestimation is visible. Moreover, high mod-
ulations are more impacted by the correlation: for example a correlation of
0.99 has a negligible effect for SNR higher than 20dB using 2PSK while the
effect cannot be neglected using 64PSK.
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Influence of a Misestimated channel on Throughput using 2PSK  (Only Doppler estimation error is taken into account)
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Influence of a Misestimated channel on Throughput using 64PSK  (Only Doppler estimation error is taken into account)
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Figure 6.32: Influence of a misestimated channel (Doppler only) on fixed
modulations. On top, BPSK and on the bottom, 64PSK
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Effect on modulation of Doppler error estimation

As seen previously, the effect on AMC (graph 6.33) is really similar as
simple noise effect. The correlation has a strong effect on high modulations.
The coefficient has to be really close to 1 to achieve a correct AMC trans-
mission and reasonable throughput.

Influence of a Misestimated channel on BER using AMC  (Only Doppler estimation error is taken into account)
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Figure 6.33: Influence of a misestimated channel (Doppler only) on AMC
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Chapter

Conclusion

MIMO is a very recent topic in the telecommunications domain. It can be
used with many different applications but is still in a constant state of re-
search. Indeed, a wide range of researches are being led and publications
have been and will be released regarding this subject. The concept of pre-
processing is also very new and interesting, as MIMO pre-processing tech-
niques will shape the future of communication systems.

This project was a very rewarding experience in terms of knowledge ac-
quired and work completed. Indeed, we had very little background knowledge
to understand the concepts involved in the modeling of a channel and the
study of the influence of channel estimation errors on pre-processing mecha-
nisms. Moreover, we did not use any external sources in the writing of the
code that we performed using the software Matlab.

The learning of new concepts and their migration to code lines had us
learn a lot. We started from theoretical equations that we had to understand
and then input in the code, to later interpret the results and double-check
them according to the theory.

The results we have reached taught us the importance of a good estima-
tion of the channel in MIMO systems using Eigenmode transmission. Also,
the Doppler effect has a tremendous influence on the transmission quality,
especially at high frequencies. We were able to see how much resources the
pre-processing required, mainly due to the use of the Singular Value Decom-
position. Moreover, when it comes to interpreting the results, it is difficult
to know how to present them, since anyone can choose a different context
with system size, number of streams sent, modulations used...
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Also, we are glad we managed to overcome our lack of knowledge and set
a good working discipline that had us read through a lot of references and
take the essential out of them, to later put theory stated into practice.

As a future work, we intend to run more detailed simulations (since some

of them require a huge number of realizations to be accurate) and take a look
back on the results interpretation.
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Appendix A

Appendix

A.1 Narrowband versus Wideband models

A.1.1 Narrowband

Narrowband is the situation where the occupied bandwidth is small and the
symbol time is long. We can neglect Inter Symbol Interference (IST) if the
symbol time is larger than the delay spread (approximately 10 times). It im-
plies that the channel is sufficiently narrow that its frequency response can
be considered flat. The message bandwidth will therefore be less than the
coherence bandwidth of the channel. Even though no channel has perfectly
flat fading, this assumption is very useful to simplify the analysis of wireless
communication system. The following figure A.1 presents the transmission
of the information of the channel. Depending on the channel model, the ex-
pression of the channel will vary and with it, the expression of the received
signal accordingly.

(1)

Figure A.1: Block diagram of the signal’s transmission
The expression of the received signal is here:
y(t) = x(t) @ h(t) +n(t) (A1)
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In a narrowband model, we consider that the channel frequency response
is flat and the delays between each path are negligible. Thus, the channel
can be expressed as:

h(t) = ho(t) (A.2)
Using this in (4.5) , we obtain:

y(t) = h.x(t) (A.3)

We have presented in Figure A.2 a binary sequence in a wideband situa-
tion and the consequence of multipath over the received stream. Frequency
responses of the channel and the signal, with a symbol time larger than the
delay spread are also displayed (2nd figure to add).

Binary 1 0

sequence I

emitted |

received I
sequence | 1 0
(|

delay spread

Figure A.2: Binary sequence sent and received in narrowband with multipath

We notice that it is easy to decipher the stream at the receiver end. The
multipath effect is not that detrimental.

A.1.2 Wideband

A wideband transmission is at a higher bit rate than a narrowband one (i.e.
the symbol time is smaller than delay spread). In this case, the message
bandwidth is larger than the coherence bandwidth of the channel, and the
channel response becomes frequency-selective. Also, the signal is unlikely to
vanish completely in a deep fade, because its bandwidth is so wide that, no
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matter how bad the channel is at some frequencies, there will always be some
components present where the channel is good. However, this also introduces
the drawback of the wideband which is the presence of Inter Symbol Inter-
ference that needs to be handled. Indeed, the delayed paths here matter and
are overlapping. We need to take them into account in the wideband channel
equation. From the situation described in figure A.1, we have:

h(t) = Oélé(t) + OZQ&(t - Tl) + Olgé(t - Tg) + ...+ ané(t — Tn) (A4)

h(t) = z”: a,0(t —Tn) (A.5)

Using this in (4.5), we obtain:

y(t) = z(t) ® Z a0t — Tn) (A.6)
We simplify:
y(t) = z(t) @t — Tn)ay, (A7)

y(t) = Zx(t —Tn)ay, (A.8)

Developping the sum, (A.8) becomes:

y(t) = aqx(t) + a0 (t — T1) + agd(t — T) + ... + a,,0(t — T,) (A.9)

The desired signal is included in the component ajz(t), the other un-
wanted components being the source of the ISI.

Figure A.3 shows a binary sequence in a wideband situation and the con-
sequence of multipath over the received stream. Frequency responses of the
channel and the signal, with a symbol time smaller than the delay spread are
also displayed (2nd figure to add).

We notice that here it is very difficult to decipher the stream at the

receiver end. The multipath effect is introducing ISI, the waves using different
paths are interfering with each other as we can see on the received sequence.
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10

Binary | | | |
sequence [ | |
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Figure A.3: Binary sequence sent and received in wideband with multipath
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